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[57] ABSTRACT

A measured voltage is converted into a digital value
according to the follow-up principle. A compensation
signal is added to the measuring signal so that the mean
value of both signals becomes zero. The compensation
signal is formed from at least two auxiliary compensa-
tion values which are each a square wave signal having
a fixed frequency and a keying ratio which is adjustable
independently of the other square wave voltage. The
keying ratios are varied or adjusted so that the compen-
sation signal compensates the measured signal. In order
to achieve this the value deviating from zero of the sum
of the measured signal and the compensation signal is
integrated, converted into digital values, and supplied
to a Pl-or PID-control circuit which controls in a
closed loop manner the keying ratios of the square wave
signals. The I-value of the PI- or PID-control circuit
serves as a measure of the measured voltage.

8 Claims, 4 Drawing Figures
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METHOD AND CIRCUIT ARRANGEMENT FOR
CONVERTING A MEASURED VOLTAGE INTO A
DIGITAL VALUE

FIELD OF THE INVENTION

The invention relates to a methed for converting at
least one measured or test voltage into a digital value
according to the follower or follow-up principle in
which a compensation signal is added to the measured
signal so that the mean value of the measured signal and
of the compensation signal becomes zero in the bal-
anced state. The invention further relates to a circuit
arrangement for carrying out such a method of digitiz-
ing a measured voltage.

DESCRIPTION OF THE PRIOR ART

German Patent Publication (DE-PS) No. 2,952,311
discloses such a method and circuit arrangement for
digitizing a measured voltage. The digitizing is
achieved according to the follower or follow-up princi-
ple wherein a compensation signal is added to the mea-
sured signal so that the mean value of the measured
signal and the compensation signal become zero in the
balanced or matched state. The compensation signal is
composed of at least two auxiliary compensation values
which are square wave signals having fixed frequencies
and keying ratios which may be adjusted independently
of one another. When the mean value of the sum com-
prising the measured signal and the compensation signal
deviates from zero, the keying ratios of these square
wave signals are adjusted so that the mean value again
becomes zero.

OBJECTS OF THE INVENTION

In view of the foregoing it is the aim, of the invention
to achieve the following objects singly or in combina-
tion:

to provide a method for converting a measured volt-
age into a digital value wherein, compared to the prior
art, higher adjustment or rather follow-up speeds and
shorter transient or response times may be achieved,;

the foregoing is to be achieved with a circuit arrange-
ment which is substantially simpler and hence less
costly than prior art circuits;

to achieve a high resolution (at least 108 steps) of the
mean value of the compensation voltage and a high
measuring sequence rate (at least 100 kHz) in such a
method and circuit arrangement;

to achieve even higher or almost unlimited resolution
and measuring sequence rates through the use of more
than two square wave voltages for providing the com-
pensation voltage in such a method and circuit arrange-
ment;

to achieve the analog-to-digital conversion over a
wide frequency range of the measured analog signal and
to ensure the stability of the present circuit arrangement
throughout said frequency range by appropriately ad-
justing the mode and operation of a PI- or PID-control
circuit in such a circuit arrangement; and

to adapt the present method and circuit to all types of
signals that are being measured including signals having
high frequency components, signals that are,varying in
a steady manner or quasi static signals, and low fre-
quency signals.

10

15

25

30

35

40

45

50

55

60

65

2

SUMMARY OF THE INVENTION

The above objects have been achieved according to
the invention by a method for converting a measured
voltage into a digital value according to the follower or
follow-up principle in which a compensation signal Ug
is added to the measured signal U,, as described above.
According to the invention a zero or null signal com-
posed by summing the measured signal U, and the
compensation signal Uy is integrated by an integrator.
The output voltage of the integrator having a fixed
frequency fris then converted into a digital value. A
null balancing value is formed by subtracting a fixed
given numerical value from the digital value. The null
balancing value is supplied to a digital PI- or PID-con-
trol circuit (proportional integrator or proportional
integrator-differentiator) which adds to its I-(integral)
value a value given as the product of the null balancing
value times a prescribed I-factor. A P-value equal to the
product of the null balancing value times a prescribed
P-factor is formed by the PI- or PID-control circuit. In
case a PID control circuit is used a difference value is
formed in that the previous null balancing value is sub-
tracted from the new null balancing value and this dif-
ference value is multiplied by a prescribed D-factor in
order to produce a D-value. The P, I, and possibly also
the D-values are added to a PID-value and the keying
ratios of auxiliary compensation values are adjusted or
set to the PI- or PID-values. The I-value is taken as a
measure of the measuring voltage.

The above method of the invention is carried out by
a circuit arrangement according to the invention in
which the sum of the measured signal and of the com-
pensation signal Uk is applied to the input of an integra-
tor. The output of the integrator is connected to one
input of a comparator. The second input of the compar-
ator is supplied with a triangle or saw-tooth voltage of
constant amplitude and constant frequency. The output
of the comparator is connected with one input of a gate
circuit (AND). The output voltage of an oscillator or
clock signal generator with a given frequency is sup-
plied to the other input of the AND gate circuit. The
output of the gate circuit is connected with the input of
a counter providing a digital output which is connected
to one input of a control circuit. The output voltage of
the clock signal oscillator is supplied simultaneously to
a frequency splitter or divider providing a square wave
output voltage to a trigger input of the control circuit
and also to the input of the integrator which converts
the square wave voltage into the triangle or saw-tooth
voitage supplied to the second input of the comparator.
Each respective output of the control circuit is con-
nected to the control input of a selector switch. The
selector switches alternately connect reference voltages
+Uprand —Upsrto a “weighted” resistor circuit in
response to the control voltages of the control circuit
for producing auxiliary compensation voltages which
form the compensation signal. The resistor circuit with
its resistors (R3; NXXR3) provides a weighting ratio of
N:1.

BRIEF DESCRIPTION OF THE DRAWINGS

In order that the invention may be clearly under-
stood, it will now be described, by way of example,
with reference to the accompanying drawings, wherein:

FIG. 1is a basic circuit diagram of the present circuit
arrangement for carrying out the method of digitizing a
measuring voltage according te the invention;
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FIG. 2 is a circuit diagram of an especially simple
embodiment of the analog-to-digital converter of FIG.
L

FIG. 3 is a voltage versus time plot of the voltages
associated with the analog-to-digital converter accord-
ing to FIG. 2; and

FIG. 4 is a detailed circuit diagram of the circuit of
FIG. 1 according to the invention.

DETAILED DESCRIPTION OF PREFERRED
EXAMPLE EMBODIMENTS AND OF THE BEST
MODE OF THE INVENTION

As shown in FIG. 1, a2 measured voltage U is sup-
plied through a resistor R1, and a compensation voltage
Uk is supplied through a resistor R; to a compensation
point 1, such as a summing circuit. At the compensation
point 1 the supplied voltage signals are added and sup-
plied to the negative input of an integrator 2.1 forming
part of a null amplifier 2. If the mean value of the signal
at the compensation point 1, that is, at the input of the
integrator 2.1, is not equal to zero or null, then the
output voltage Uy of the integrator 2.1 changes. The
voltage Uy is converted in an analog-to-digital con-
verter 2.2 of the null amplifier 2 into a corresponding
null balancing value. The digital zero or null balancing
value is interrogated or sampled by a digitally operating
PI- or PID-control circuit designated in the following
simply as controller 3. If this null balancing value devi-
ates from a prescribed value, usually the value zero, the
controller 3 evaluates the deviation with its proportion
(P), integral (I) and, if applicable differential (D), algo-
risms add the PI or PID results and adjusts the keying
ratios of the switches 4.2 and 4.3 to the PI- or PID-value
in an adjustment circuit 4, wherein the adjustments or
settings of high value are provided by the switch 4.2
and the settings or adjustments of low value are pro-
vided by the switch 4.3.

The switches 4.2 and 4.3 are switched over with a
constant frequency fr but with variable keying ratios
between the two reference voltages —Uprand +Uprer
The two keying ratios are determined by counting a
higher frequency f; which is an integral muitiple of the
constant switching frequency fr.

Square wave voltages Ug and Uyare generated at the
switches 4.2 and 4.3, respectively. The mean values of
the square wave voltages Up and Uy may be adjusted
between —Upesand + Upry by means of varying their
keying ratios proportionally to their respective keying
ratio. The two voltages Ug and Urare weighted in ac-
cordance with a ratio N, by means of the resistances R3
and N X Rj3 to form the compensation voltage Ux. The
weighting factor N=Ug/Us. As an example, consider
fr=1 kHz, f;=1 MHz, a PIl- or PID-value=435.783,
and a weighting factor or ratio N=1000, whereby a
keying ratio of 1000:435 is obtained for the switch 4.2
and a keying ratio of 1000:783 is obtained for the switch
4.3.

The keying ratios are adjusted until the mean value of
the sum voltage at the compensation point 1 becomes
zero. In this state

R
U,,,=—T2->(UK.

Because R and R are known, and since the compensa-
tion voltage Uy is determined by the two keying ratios
of Ug and Uy, the measuring voltage U, may also be
determined with a high resolution precision. The appro-

0
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4

priate integral value I from the controller 3 is displayed
on a display device 5 as a measure for the measuring
value.

For reasons of stability the proportional components
(P) are required by the adjustment circuit 4. The use
simply of an integral (I) controller together with the
integrator 2.1 in the null amplifier 2 would produce a
180° phase condition and thereby lead to an instability.
If the control loop includes, in addition to the integra-
tor, other elements and functions which cause run or
dead times, for example filter and controller computa-
tion times, then additional differential (D) components
are necessary for achieving stability for optimum con-
trol loop adjustments, for example, to achieve an aperi-
odic transient characteristic response.

The two voltages U, (coarse or gross voltage) and Uy
(fine voltage) which both have an adjustable keying
ratio, represent different weighting factors or values
W, and Wrin their effect upon the compensation volt-
age Ux. The weighting values are in such a ratio that
Wg:W,=N:1. For instance, if the keying ratio of the
voltages Ugand Usmay be adjusted in T/1000 steps, and
if the ratio of the weighting values is chosen with
N=1000, then the mean value of the compensation
voltage Ux may be adjusted over 106 steps, that is with
a very high resolution or precision.

If a technically possible high frequency of 100 MHz is
used for counting out the key ratios of the switched
square wave voltages Ug and Uy then a measuring se-
quence of 100 kHz is achieved. That is, every ten micro-
seconds a digital value having a resolution of 106d
(1d=one digital step) is available. Thus, the invention
achieves a combination of resolution and measuring
sequence rate or sampling rate which has not been pos-
sible in any previously known analog-to-digital conver-
sion method or device.

Even higher measuring or sampling rates and higher
resolutions of the digital value are achievable if an ad-

40 justment circuit with more than the described two steps

65

or rather switches are used. That is, the sampling rate
and resolution may be improved when three or more
weighted square wave voltages with independently
variable keying ratios are used to form the compensa-
tion voltage Uy,

With the present invention a practically unlimited
high resolution of the matching or balancing loop cir-
cuit may be achieved, since even the smallest differ-
ences between the measuring signal Uy, and the mean
value of the compensation signal Uk at point 1, cause
the output voltage of the integrator 2.1 to slowly wan-
der away from the zero or null point until the null
threshold of the analog-to-digital converter 2.2 is ex-
ceeded. The A/D converter 2.2 then supplies a value
deviating from zero to the digital controller 3 which
causes the very high resolution adjustment circuit 4 to
be readjusted by one step.

If occasionally measured signals having high dy-
namic signal components are to be sampled, it is also
possible to increase the PI or PID coefficients of the
controller 3 for achieving an increase in the measuring
signal band width at a lower resolution. The highest
signal band widths are achieved when the controller 3 is
switched to the P or PD operating mode and the pro-
protional P-value is used as the digital measuring value.
However, then the resolution is sharply reduced. In this
case, in principle, the resolution cannot be larger than
the resolution of the analog-to-digital converter 2.2.

enabling INNOVATION
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Automatically varying the PID coefficients of the
controller 3 dependent upon the digital value of the
analog-to-digital converter 2.2, leads to a non-linear
control. By means of such an effective non-linear con-
trol it is possible, on the one hand, to determine a mea-
sured value with an extremely high resolution and at a
constant high measuring or sampling rate for measured
signals varying steadily at a slow or medium rate. On
the other hand, such a non-linear control achieves a
very fast following of the measured signal even for very
fast or random measured signal variations, however,
with a reduced resolution.

Thus, the method and circuit arrangement of the
invention may be adapted to perform optimally for
various measuring conditions simply by changing the
control characteristics of the controller 3. The present
method and circuit arrangement achieve optimal results
for example, for measuring signals with high frequency
components, and for measured signals changing at a
steady rate or for quasi static signals. Only very small or
minimum accuracy is required for the analog-to-digital
converter 2.2 because it is arranged within the control-
ling loop and because in the PI or PID operating modes
of the controller 3 in the matched or balanced state, the
A/D converter 2.2 always needs to output only one
zero or null value, whereby neither its null point errors
nor its sensitivity errors have any effect on the mea-
sured value. Thus, in the simplest case the three output
states: zero, >zero, and <zero would be sufficient for
the A/D converter 2.2. However, it is more favorable
in terms of the control technique, if the analog-to-digital
converter 2.2 provides a digital value with a resolution
which is as high as possible.

FIG. 2 shows a simple embodiment of the analog-to-
digital converter 2.2 according to FIG. 1. The mode of
operation of the A/D converter of FIG. 2 will now be
described with reference to FIG. 3.

The voltage U; which is variable in its level yet re-
mains relatively constant over a short time, is supplied
to the input of a comparator 2.21. A triangle wave of
saw-tooth voltage Up is supplied to the other input of
the comparator 2.21. The comparator 2.21 outputs a
square wave voltage Uy having a constant frequency
equal to the frequency of the triangular wave voltage.
However, the keying ratio of the output square wave
voltage Ug varies linearly with the voltage Uy By
counting out the keying ratio of Ug, a digital measured
value for the voltage U; may be determined. For this
purpose the positive voltage level of Ug controls an
AND-gate circuit 2.22 to open and during this time
allows the counting impulses with the frequency f; from
the synchronizing clock generator 2.24 to pass through
the AND-gate to the counter 2.23. If the measuring
sequence frequency of 100 kHz is taken for the triangle
wave frequency corresponding to the above mentioned
example and the 100 MHz time rate is taken for the
timing frequency f; then every ten microseconds a digi-
tal value will appear at the output of the counter 2.23 in
the range of + or —500 d, whereby “d” is the resolu-
tion. The highest follow-up rate may thus be expressed
as 50106 d/s. The total conversion range of 106 d
could therefore be run through in a minimum of 20 ms.
However, if the controller 3 does not react linearly, this
time may be further reduced considerably.

As far as FIG. 4 corresponds to FIGS. 1 and 2, the
same components carry the same reference numbers.
However, the example embodiment of FIG. 4 addition-
ally includes a frequency divider 2.25, an integrator 2.26
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which converts the square wave voltage Ug into the
triangle wave volta Up, and a low pass filter 2.3. In
many instances, the integrator 2.26 may be replaced by
an RC network.

The frequency divider 2.25 divides the clock fre-
quency f; by an integral number, for example corre-
sponding to the above mentioned example with a ratio
of 1000:1, into the square wave voltage Ug with the
frequency fr and the period duration T. The square
wave voltage Ug is applied on the one hand to the
integrator 2.26 which forms the triangle wave voltage
Up. On the other hand, the positive portion of Uk trig-
gers the controller 3 which then reads the counter of the
counter 2.23 at a frequency frand generates the switch-
ing voltages for the switches 4.2 and 4.3.

The low pass filter 2.3 is only shown with dashed
lines in FIG. 4 because the use of such a filter is not
always necessary. In addition to the integrator 2.1 of the
null amplifier 2, the filter 2.3 damps the dynamic com-
ponents of the null signal. Therefore, by using a low
pass filter 2.3 the time constant of the integrator 2.1 may
be shortened. However, the low pass filter 2.3 should be
so optimized that the shortest balancing or matching
times of the entire circuit can be achieved.

Although the invention has been described with ref-
erence to specific example embodiments, it will be ap-
preciated that it is intended to cover all modifications
and equivalents within the scope of the appended
claims.

What I claim is:

1. A method for digitizing a measured analog signal,
comprising the following steps:

(a) producing a compensation signal and adding said
compensation signal to said measured analog signal
to form a sum signal in such a way that a mean
value of said sum signal becomes zero when said
measured signal and said compensation signal are
balanced,

(b) said producing of said compensation signal com-
prising providing at least two auxiliary compensa-
tion values in the form of fixed frequency (f7)
square wave signals each having a keying ratio
adjustable independently of the keying ratio of any
other auxiliary compensation value,

(c) modifying said keying ratios in response to a devi-
ation of said mean value from zero in such a way
that said mean value returns to zero to form a null
signal,

(d) integrating said null signal to form an integrated
signal having said fixed frequency (f7),

(e) converting said fixed frequency integrated signal
into a digital value,

(f) subtracting a fixed value from said digital value to
provide a null balancing value having an I-value,

(8) supplying said null balancing value to a control
circuit,

(h) multiplying, in said control circuit, said null bal-
ancing value with a given integration factor (I-fac-
tor) to form a first product value,

(i) adding said first product value to said I-value of
said null balancing value,

(j) multiplying, in said control circuit, said null bal-
ancing value with a given proportionality factor
(P-factor) to form a second product value (P-
value),

(k) adding said I-value and said second product value
(P-value) to form a Pl-value,


http://www.patentlens.net/

http://www.patentlens.net/

4,724,419

7
(1) wherein said modifying step is performed by ad-
justing said keying ratios of said auxiliary compen-
sation values in accordance with said PI-value, and

(m) using said I-value as a measure of said measured

analog value.

2. The method of claim 1, further comprising provid-
ing said control circuit with differentiator circuit means,
subtracting, in said differentiator circuit means, from a
new null balancing value the preceding null balancing
value to form a difference value, multiplying said differ-
ence value in said control circuit, with a given D-factor
to produce a D-value, adding said D-value to said PI-
value to form a PID-value, and performing said modify-
ing step by adjusting said keying ratios of said auxiliary
compensation values in accordance with said PID-
value.

3. The method of claim 2, further comprising varying
said Pl-value or said PID-value in such a way that, in
accordance with the required resolution, any transient
times are minimized and the frequency band width of
the measured analog value is maximized.

4. The method of claim 2, further comprising operat-
ing said control circuit in a non-linear manner in re-
sponse to a control function, so that said PI- or PID-val-
ues (coefficients) are modified for a rapid follow-up of
very rapid measured signal variations with a reduced
resolution, and for a slower follow-up of slower mea-
sured signal variations with a respectively higher reso-
lution.

S. The method of claim 2, further comprising switch-
ing said control circuit from a PI-mode or from a PID-
mode to a P- or PD-mode for processing a maximally
wide frequency band width of said measured analog
signal, and using a proportional value of said control
circuit as the measured value.

6. An apparatus for digitizing a measured analog
signal in accordance with the follow-up principle, com-
prising a summing circuit having an input for said mea-
sured analog signal, a further input for a compensating
signal and a sum output, first signal integrator means
(2.1) having an input connected to said sum output, a
comparator connected with one input to an output of
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said first signal integrator means, means for providing a
saw-tooth voltage having a constant amplitude and a
constant frequency (f7) connected to another input of
said comparator, an AND-gate having one input con-
nected to an output of said comparator, oscillator (2.24)
means providing a signal with a frequency (f) con-
nected to another input of said AND-gate, signal
counter means having an input connected to an output
of said AND-gate, control circuit means for providing
said compensating signal, said signal counter means
having a digital output connected to a trigger input of
said control circuit means, frequency divider means
connected to said oscillator means and providing at an
output a square wave with the frequency (f7), said saw-
tooth voltage providing means comprising second inte-
grator means (2.26) for converting said square wave
into said saw-tooth voltage, said second integrator
means having an input connected to said frequency
divider means, change-over switching means for sup-
plying said compensating signal to said further input of
said summing circuit, said change-over switching means
having control inputs connected to respective control
outputs of said control circuit means for controlling the
operation of said change-over switching means in re-
sponse to control signals provided at said control out-
puts of said control circuit means (3), said change-over
switching means producing auxiliary compensating
voltages from reference voltages, and resistor circuit
means connecting said change-over switching means to
said further input of said summing circuit, said resistor
circuit means providing a weighting ratio of N:1 for said
auxiliary compensating voltages.

7. The apparatus of claim 6, wherein said control
circuit means comprise proportional integrator circuit
means.

8. The apparatus of claim 7, wherein said control
circuit means further comprise differentiator means for
producing a difference signal, and switch means for
changing an operational mode of said control circuit

means.
* * * x @
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UNITED STATES PATENT AND TRADEMARK OFFICE
CERTIFICATE OF CORRECTION

PATENTNO. : 4,724,419
DATED : TFebruary 9, 1988
INVENTOR(S) : Manfred Kreuzer

It is certified that error appears in the above-identified patent and that said Letters Patent is hereby
corrected as shown below:

Claim 1, (column 6, line 57), after "ecircuit" insert

--including a proportional integrator--.

Cclaim 6, (column 8, line 32), replace "weighting" by

--weighing--.

Signed and Sealed this
Fifth Day of July, 1988

Attest:

DONALD J. QUIGG

Attesting Officer © Commissioner of Patents and Trademarks
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